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< Abstraet>

The digital Weaver’s single side band(SSB) modulator is simulated, using its corresponding

theory and digital processing techniques.
The simulated digital Weaver’s modulator is used as a main part of the transmultiplexer

which converts time division multiplexer(TDM) system to frequency division multiplexer(FDM)
system.
The digital filters are designed for this purpose and the SNR of the overall system is calculated.
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